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ABSTRACT

The pe rfor mance of well -trained speech recogni zers using high
quality full bandwi dth speech data is usually de
usedinreal worldenvironment
recognit.



the testing and the trainingenvironments. Since thelowquality
speech feature vectors are transformed to high quality ones, it
can outperformthe retrainedrecognizer that is train
quality speech. Therefore, the p
approachis



monophone HMMwi th 30 Gaussian distributions per state. In
total, the systemhas 3,630 Gaussiandistributions. 1,344 utter-
ances fromNTIMIT? test data are used for testing. VWhen th
systemis trained and tested under the se

both using TIMIT co



a systemwhichis comparable to the retrainedrecognizer, but
withmichless training data.
The advantages of this approachare as follows. First, it does
not requireretraining of the speechrecognize:
taskinterms of traimniz
i



